AHHOTAILIUA

[losicHuTenpHas 3anucka opopmiieHa Ha 66 nucrax, coaepkutT 2 Tabmuubl, 35
PUCYHKOB, 23 UCTOYHHKA.

B pamkax AuIIOMHOrO MpoOeKTa pa3padoTaHO BEO-NPHUI0KEHUE ISl yIIPABICHUS
BuptyanibibiMu  ATC Ha 0aze Asterisk. Ilpunoxenue mnpencraBiasier coOoi
onnoctpanndHoe SPA, peanuzoBanHoe Ha cteke Vue 3, TypeScript, Pinia, Vue Router u
Axios. WnaTepdelic BKIOYACT CIEIyIONUE KIOUeBble pasiaeinbl: yrpabieHue BATC
(co3manue, pemakTUpoBaHuWe, yAaleHWe, ympasieHue  SIP-mosib3oBarensmu),
neranu3aius 3BoHKOB (CDR) ¢ cepBepHoil marmnanueid u ¢uiabTparmen, >KypHam
CUCTEMHBIX JIOTOB, OMOJIMOTEKa ay1no(dailyioB ¢ BO3MOXKHOCTHIO 3arpy3ku (WAV/MP3)
U TIPOCIYIINBAHUS, UCTOPHS BepCU KOHPUTYpAIUi, yIpaBIeHUE 04epPEIIMUA BHI30BOB,
KOHCTpYKTOp auanmiana ¢ drag-and-drop, a Tak:ke MOJyJIb TOJIOCOBOM TOYTHI (SIIUKH,
ayJIMO3aIKcH, MPUBs3Ka K moib3oBaresnsiM). PeannzoBana aytentudukamnus yepes JWT
¢ noanepxkoit LDAP 1 MokoBOTO pekuma Juisi aBTOHOMHOM pa3paboTku. [Ipunoxenue
oOnamaeT aganTUBHOM BEPCTKOM, oOecnieunBaeT Oe3omacHoe B3auMmozeiicTBue ¢ REST
API 6okeH1a 1 MOKET OBITh UCTIONB30BAHO AJIs aAMUHUCTpUpoBanus [P-tenedonnn.

The summary

The explanatory note is presented on 66 pages, contains 2 tables, 35 figures, and
23 references.

As part of the graduation project, a web application for managing virtual PBXs
based on Asterisk has been developed. The application is a single-page application (SPA)
built on the Vue 3, TypeScript, Pinia, Vue Router, and Axios stack. The interface includes
the following key sections: PBX management (creation, editing, deletion, SIP user
management), call detail records (CDR) with server-side pagination and filtering, a
system log journal, an audio file library with upload (WAV/MP3) and playback
capabilities, configuration version history, call queue management, a drag-and-drop
dialplan constructor, and a voicemail module (mailboxes, audio recordings, user linking).
JWT authentication is implemented with LDAP support and a mock mode for offline
development. The application features responsive layout, ensures secure interaction with
the backend REST API, and can be used for administering IP telephony.




